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APPARATUS FOR GAIN CALIBRATION OF A
MICROPHONE ARRAY AND METHOD
THEREOF

CROSS-REFERENCE TO RELATED
APPLICATION(S)

This application claims the benefit under 35 U.S.C. §119
(a) of Korean Patent Application No. 10-2009-0091824, filed
on Sep. 28, 2009, the disclosure of which is incorporated
herein by reference in its entirety for all purposes.

BACKGROUND

1. Field

The following description relates to an apparatus for gain
calibration of a microphone array and a method thereof, and
more particularly, to an apparatus and method capable of
adjusting the gain difference between microphones included
in a microphone array.

2. Description of the Related Art

As a mobile convergence terminal including high-tech
medical equipment such as high precision hearing aids, a
mobile phone, UMPC, camcorders, etc. is becoming preva-
lent today, the demand for application products using a micro-
phone array has been increased. A microphone array is made
of multiple microphones to obtain subsidiary features of
sound involving directivity, for example, the direction of
sound or the location of sound sources in addition to obtaining
the sound itself. The directivity is to increase the sensitivity to
a sound source signal emitted from a sound source located in
a predetermined direction by use of the difference in time
taken until sound source signals arrive at each of the multiple
microphones constituting the microphone array. If sound
source signals are obtained in the above manner using a
microphone array, a sound source signal input in a predeter-
mined direction may be enhanced or suppressed.

A beamforming algorithm based noise cancellation
method is applied to most algorithms using a microphone
array. For example, current studies are directed toward a
method of improving a voice call service and recording qual-
ity through directivity-noise cancellation, a teleconference
system and intelligent conference recording system capable
of automatically estimating and tracking the location of a
speaker, and a robot technology for tracking a target sound.

However, if a gain mismatch between sensors occurs in
most of the beam forming algorithm, the system performance
of the beam forming algorithm is degraded. In particular,
according to a generalized sidelobe canceller (GSC) algo-
rithm for an adaptive beamformer, when designing a fixed
beam former for enhancing a signal of a particular direction
and a blocking matrix for suppressing a signal of a direction
aparticular direction, a gain mismatch between microphones
causes signal leakage and distortion of a target sound source
and fails to provide noise suppression, and this causes degra-
dation of the performance of GSC. In addition, the gain dif-
ference between microphones distorts the shape of beam
during a beamforming process, a desired beam is not formed.

Such a gain mismatch between microphones is caused due
to characteristic differences between the microphones within
the allowable error range set during manufacturing and also
can be due to ageing of the microphones due to use. In order
to reduce the characteristic differences between the micro-
phones, the manufacturing process needs to be focused on
reducing the difference in quality of the microphones, thereby
reducing the possibility of a gain mismatch between micro-
phones. However, this gain mismatch reducing method has
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2

limitations with respect to a low cost microphone array due to
the high cost involved in utilizing this method.

SUMMARY

In one general aspect, there is provided an apparatus for
calibrating gains of a microphone array, the apparatus includ-
ing: a microphone array, including at least two microphones
disposed on the same plane, a frequency conversion unit
configured to convert a plurality of acoustic signals received
from the microphone array into signals of a frequency
domain, a weight calculation unit configured to calculate
weights for each frequency component of the acoustic sig-
nals, the acoustic signals having been converted into the sig-
nals in the frequency domain, the weights being used to
calibrate the acoustic signals such that the plurality of acous-
tic signals each includes a same amplitude while the acoustic
signals maintain their individual phase, and a scaling unit
configured to calibrate the amplitudes of the acoustic signals
by use of the calculated weights, wherein the weight calcu-
lation unit is further configured to calculate the weights at
preset time intervals or after preset number of acoustic-signal
frames have elapsed.

The apparatus may further include that the weight calibra-
tion unit is further configured to calculate the weights such
that the acoustic signals each include an amplitude value
which is the same as a mean amplitude value of the acoustic
signals.

The apparatus may further include that the weight calcu-
lation unit is further configured to calculate the weights such
that each acoustic signal includes an amplitude value which is
the same as that of one of the acoustic signals.

The apparatus may further include: a storage unit config-
ured to store previously-calculated weights, wherein the
weight calculation unit is further configured to update the
stored weights by reflecting the calculated weights in the
stored weights, and wherein the scaling unit is further con-
figured to calibrate the amplitudes of the acoustic signals by
use of the updated weights.

The apparatus may further include an application-opera-
tion unit configured to perform an action including at least
one of: beamforming, noise cancellation and location track-
ing of acoustic signals on the acoustic signals having cali-
brated amplitudes.

In another general aspect, there is provided a method of
calibrating gains of a microphone array, the method includ-
ing: converting a plurality of acoustic signals received from a
microphone array into signals of a frequency domain, the
microphone array including at least two microphones dis-
posed on the same plane, calculating weights for each fre-
quency component of the acoustic signals, the acoustic sig-
nals having been converted into the signals in the frequency
domain, the weights being used to calibrate the acoustic sig-
nals such that the plurality of acoustic signal each includes a
same amplitude while the acoustic signals maintain their
individual phase, and calibrating the amplitudes of the acous-
tic signals by use of the calculated weights, wherein the
calibrating of weights is performed at a preset time interval or
after a preset number of acoustic-signal frames has elapsed.

The method may further include that, in the calculating of
the weights, the weights are calculated such that the acoustic
signals each include an amplitude value which is the same as
a mean amplitude value of the acoustic signals.

The method may further include that, in the calculating of
the weights, the weights are calculated such that each acoustic
signal includes an amplitude value which is the same as that
of one of the acoustic signals.
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The method may further include: storing the calculated
weights, and updating the stored weights by reflecting newly
calculated weights in the stored weight, wherein, in the cali-
brating of the amplitudes, the amplitudes of the acoustic
signals are calibrated by use of the updated weights.

The method may further include performing an action
including at least one of: beamforming, noise cancellation
and location tracking of the acoustic signals on the acoustic
signals having calibrated amplitudes.

Other features and aspects may be apparent from the fol-
lowing detailed description, the drawings, and the claims.

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 is a block diagram illustrating an example of an
apparatus for calibrating gains of a microphone array.

FIG. 2 is a block diagram illustrating an example of
detailed configuration of the gain calibrating apparatus
shown in FIG. 1.

FIG. 3 is a block diagram showing another example of
detailed configuration of the gain calibrating apparatus
shown in FIG. 1.

FIG. 4A is a graph illustrating signals input into two micro-
phones that are represented in the complex domain.

FIG. 4B is a graph illustrating an example of gain calibra-
tion with respect to the signals shown in FIG. 4A.

FIG. 4C is a graph illustrating another example of gain
calibration with respect to the signals of FIG. 4A.

FIG. 5 is a flowchart showing an example of a method of
calibrating gains of a microphone array.

Throughout the drawings and the detailed description,
unless otherwise described, the same drawing reference
numerals will be understood to refer to the same elements,
features, and structures. The relative size and depiction of
these elements may be exaggerated for clarity, illustration,
and convenience.

DETAILED DESCRIPTION

The following detailed description is provided to assist the
reader in gaining a comprehensive understanding of the meth-
ods, apparatuses, and/or systems described herein. Accord-
ingly, various changes, modifications, and equivalents of the
systems, apparatuses and/or methods described herein will be
suggested to those of ordinary skill in the art. The progression
of processing steps and/or operations described is an
example; however, the sequence of steps and/or operations is
not limited to that set forth herein and may be changed as is
known in the art, with the exception of steps and/or operations
necessarily occurring in a certain order. Also, descriptions of
well-known functions and constructions may be omitted for
increased clarity and conciseness.

FIG. 1 is a block diagram illustrating an example of an
apparatus for calibrating gains of a microphone array.

Referring to FIG. 1, an apparatus for calibrating gains of a
microphone array 100 (hereinafter “gain calibrating appara-
tus 100”) may include a first microphone 101, a second
microphone 102, a frequency conversion unit 110, a weight
calculation unit 120, a scaling unit 130, a storage unit 140,
and an application operation unit 150. The gain calibrating
apparatus 100 may be implemented in various forms of elec-
tronic equipment such as a personal computer, a server com-
puter, a handheld apparatus, a laptop apparatus, a multi-pro-
cessor system, a microprocessor system and a set top box.

As a non-exhaustive illustration only, the gain calibrating
apparatus 100 described herein may refer to mobile devices
such as a cellular phone, a personal digital assistant (PDA), a
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digital camera, a portable game console, and an MP3 player,
a portable/personal multimedia player (PMP), a handheld
e-book, a portable tablet and/or laptop PC, a global position-
ing system (GPS) navigation, and devices such as a desktop
PC, a high definition television (HDTV), an optical disc
player, a setup box, and the like capable of wireless commu-
nication or network communication consistent with that dis-
closed herein.

The first microphone 101 and the second microphone 102
may include an amplifier and an analog/digital converter to
convert input acoustic signals into electrical signals.
Although two microphones 101 and 102 are provided in the
gain calibrating apparatus 100 shown in FIG. 1, the configu-
ration of microphones is not limited thereto. For example, a
microphone array provided with two or more microphones in
the form of a line or a circle may be used in the gain calibrat-
ing apparatus 100. Other numbers and geometries are also
contemplated.

The microphones 101 and 102 may be disposed on the
same plane of the gain calibrating apparatus 100 of the micro-
phone array. For example, the microphones 101 and 102 may
be arranged on the front surface or the side surface of the gain
calibrating apparatus 100.

The frequency conversion unit 110 may receive acoustic
signals in the time domain from each of the microphones 101
and 102 and may convert the received acoustic signals into
acoustic signals in the frequency domain. For example, the
frequency conversion unit 110 may convert acoustic signals
in the time domain into acoustic signals in the frequency
domain by use of a Discrete Fourier Transform (DFT) or a
Fast Fourier Transform (FFT).

The frequency conversion unit 110 may generate a frame of
each acoustic signal received from the microphones 101 and
102 and may convert the acoustic signals in a frame unit to
acoustic signals in the frequency domain. The framing unit
for framing acoustic signals may be determined based on the
sampling frequency and the type of application.

The weight calculation unit 120 may calculate weights
used to calibrate gains of a plurality of microphones 101 and
102 for acoustic signals. The weights calculation unit 120
may calculate weights which are used to calibrate a plurality
of acoustic signals, which has been converted in the fre-
quency domain, such that the acoustic signals each have the
same amplitude while the acoustic signals maintain their
individual phase.

The weight calculation unit 120 may calculate weights for
each of frequency components included in each frame of
acoustic signal in the frequency domain. Gain characteristics
of the microphones 101 and 102 may differ with each other
relative to each of frequency components.

The weight calculation unit 120 may receive a plurality of
acoustic signals, each of which having been converted in the
frequency domain, from the microphones 101 and 102. The
weight calculation unit 120 may calculate the weights for a
plurality of acoustic signals such that the acoustic signals
each have a mean amplitude value of the acoustic signals.
Alternatively, the weight calculation unit 120 may calculate
the weights such that the acoustic signals each have an ampli-
tude value of one of the acoustic signals. The weights may be
applied to the acoustic signals, calibrating gains of the micro-
phones 101 and 102.

The weight calculation unit 120 may calculate weights for
frequency components of the frame of acoustic signals in real
time. However, the weights may not vary rapidly with time, so
the weight calculation unit 120 may not need to calculate the
weights of frequency components at each frame of acoustic
signals. The weight calculation unit 120 may calculate the
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weights at preset time intervals or after a preset number of
acoustic-signal frames have elapsed. For example, the weight
calculation unit 120 may calculate the weights every 100
frames. In this manner, the weight calculation unit 120 may
not calculate the weight at each frame but may calculate the
weight at preset time intervals or after a preset number of
acoustic-signal frames have elapsed, so the power consump-
tion important to a small sized electronic device may be
reduced.

The storage unit 150 may store data and software required
to drive the gain calibrating apparatus 100. The storage unit
140 may store weights, which have been previously calcu-
lated in the weight calculation unit 120.

If'the weight calculation unit 120 newly calculates weights
for frequency components of a frame of acoustic signals, the
weight stored in the storage unit 150 may be updated by
reflecting the newly calculated weights to the weights stored
in the storage unit 140. When weights for each frequency
component constitutes a weight set, the weight calculation
unit 120 may update weights by assigning a preset portion of
weights on a stored weight set and a newly calculated weight
set. In one example, the weights assigned on the stored weight
set and the newly calculated weights may sum to 1.

The scaling unit 130 may calibrate each amplitude of a
plurality of acoustic signals using the calculated weights. The
scaling unit 130 may calibrate the amplitudes of the acoustic
signals by multiplying the acoustic signals in a frame unit by
the calculated weights for frequency components.

The application operation unit 150 may perform various
algorithms by receiving the acoustic signals having calibrated
amplitudes. For example, the application operation unit 150
may perform noise cancellation, beamforming or location
tracking on the acoustic signals having calibrated amplitudes.
That is, the frequency conversion unit 110, the gain calibra-
tion unit 120, and the scaling unit 130 may serve as a front-
end unit for various acoustic processing apparatus.

FIG. 2 is a block diagram illustrating an example of a
detailed configuration of the gain calibrating apparatus
shown in FIG. 1.

A first frequency conversion unit 211 may convert a first
acoustic signal received from a first microphone 201 into a
signal in the frequency domain. A second frequency conver-
sion unit 212 may convert a second acoustic signal received
from a second microphone 202 into a signal in the frequency
domain.

A weight calculation unit 220 may calculate weights for
the first acoustic signal and weights for the second acoustic
signal such that the first acoustic signal and the second acous-
tic signal each have an amplitude which is the same as a mean
amplitude value of the first acoustic signal and the second
acoustic signal.

A first scaling unit 231 may modulate an amplitude of the
first acoustic signal by applying the calculated first weight to
the first acoustic signal. A second scaling unit 232 may modu-
late an amplitude of the second acoustic signal by applying
the calculated second weight to the second acoustic signal.
The amplitude-modulated first acoustic signal and the ampli-
tude-modulated second acoustic signal may be output to a
processing module for beamforming and noise cancellation
and the like.

FIG. 3 is a block diagram showing another example of a
detailed configuration of the gain calibrating apparatus
shown in FIG. 1.

A first frequency conversion unit 311 may convert a first
acoustic signal received from a first microphone 301 into a
signal in the frequency domain. A second frequency conver-

10

15

20

25

30

35

40

45

50

55

60

65

6

sion unit 312 may convert a second acoustic signal received
from a second microphone 302 into a signal in the frequency
domain.

A weight calculation unit 320 may calculate weights for
the first acoustic signal and the second acoustic signal such
that the first acoustic signal and the second acoustic signal
each has the same amplitude value as that of one of the first
acoustic signal and the second acoustic signal.

In FIG. 3, the weight calculation unit 320 may calculate
weights of the second acoustic signal such that the second
acoustic signal has the same amplitude value as that of the
first acoustic signal.

A scaling unit 330 may modulate an amplitude of the
second acoustic signal by applying the calculated weight to
the second acoustic signal. The amplitude-modulated second
acoustic signal may be output to a processing module for
beamforming and noise cancellation.

In FIGS. 2 and 3, the example gain calibration is performed
on two acoustic signals but the number of acoustic signals
input to the processing module is not so limited.

FIG. 4A is a graphillustrating signals input into two micro-
phones that represented in the complex domain, FIG. 4B is a
graph illustrating an example of gain calibration with respect
to the signals shown in FIG. 4A, and FIG. 4C is a graph
illustrating another example of gain calibration with respect
to the signals of FIG. 4A.

As shown in FIG. 4A, a first acoustic signal x1(¢) and a
second acoustic signal x2(¢) with respect to one frequency are

expressed in the complex domain as Yl(w) and Yz(w),
respectively. In addition, if the first and second acoustic sig-

nals X 1(w)and Yz(u)) are amplitude-modulated while main-
taining their individual phase component, the first acoustic

signal and second acoustic signal are expressed as X Lo @)
and Yzmw
first acoustic signal X 1(w) and the amplitude-modulated first

(), respectively. The relationship between the

acoustic signal Yl,new(w) is expressed in Equation 1 below.

yl,nm(w):Gl(m)'yl(w) [Equation 1]

Herein, G,(w) represents a weight with respect to one
frequency component of the first acoustic signal that is cal-
culated in the weight calculation unit 120.

The relationship between the second acoustic signal Yz(w)

and the amplitude-modulated second acoustic signal
Yz,new(w) is expressed in Equation 2 below.
yfzmew(w):Gz(@)'Yz(w) [Equation 2]

Herein, G,(w) represents a weight with respect to one
frequency component of the second acoustic signal that is
calculated in the weight calculation unit 120. The weight
calculation unit 120 may calculate the weights G,(w) and

G,(w) that are used to match the amplitude IX Lnew(®@) Of the
amplitude-modulated first acoustic signal and the amplitude |

Yz,new(w)l of the amplitude-modulated second acoustic sig-
nal to each other. The weight calculation unit 120 may calcu-
late weights with respect to all frequency components con-
tained in the acoustic signal of a frame unit. If the acoustic
signal in a frame unit includes 256 frequency components, the
weight calculation unit 120 may calculate 256 weights G, (m)
and 256 weights G,(m).

FIG. 4B is a graph illustrating an example of gain calibra-
tion performed with respect to the signals shown in FIG. 4A
that has been described with reference to FIG. 3.
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Referring again to FIG. 2, the first weight calculation unit
222 may calculate the weights as expressed by Equation 3,
and the second weight calculation unit 224 may calculate the
weights as expressed by Equation 4.

1 [ x> (w)l] [Equation 3]
Gilw) =51+ =

A Kl

1 [ |Y1 (w)l] [Equation 4]
Gw)= 5|1+ =

2 K

FIG. 4C is a graph illustrating an example of gain calibra-
tion described with reference to FIG. 3 in which the gain
calibration is performed with respect to one of input signals.

Referring again to FIG. 3, G, (w)=1, and the weight calcu-
lation unit 320 may calculate the weight G,(w) as expressed
by equation 5.

v [Equation 5]
LD

X2 ()l

FIG. 5 is a flowchart showing an example of a method of
calibrating gains of a microphone array.

As shown in FIGS. 1 and 5, in operation 510, the frequency
conversion unit 110 may convert a plurality of acoustic sig-
nals into signals in the frequency domain.

The weight calculation unit 120 may calculate weights for
each frequency component of the acoustic signals, which
have been converted into the signals in the frequency domain.
In operation 520, the weights may be used to calibrate the
acoustic signals such that the acoustic signals have the same
amplitude while the acoustic signals maintain their individual
phases. To this end, the weight calculation unit 120 may
calculate the weights such that the acoustic signals each have
an amplitude value of one of the acoustic signals. Alterna-
tively, the weight calculation unit 120 may calculate the
weights such that the acoustic signals each have a mean
amplitude value of the acoustic signals. The calculating of
weights may be performed at a preset time interval or after a
preset number of acoustic-signal frames have elapsed.

After previously calculated weights are stored, the weight
calculation unit 120 may newly calculate weights and then
may update the stored weights by reflecting the newly calcu-
lated weights to the stored weights.

In operation 530, the scaling unit 130 may calibrate the
amplitudes of the acoustic signals by use of the calculated
weights. After the weights have been updated, the scaling unit
130 may calibrate the amplitudes of the acoustic signals using
the updated weights.

According to the examples of gain calibration apparatus
and method, the difference in gain of inputs to each micro-
phone can be calibrated at the frequency domain using less
calculation regardless of the direction or number of ambient
sound sources or the presence of noise. In calibrating a fixed
gain control and performing a back end processing such as
noise reducing using the calibrated gain control, the input of
a user is not necessary and the degradation of back-end pro-
cessing efficiency due to accumulated initial error is pre-
vented. In addition, examples of gain calibration apparatus
and method calibrates the difference in gain of inputs of
microphones in real time regardless of touch, button click and
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vibration, so that the examples of gain calibration apparatus
and method can be effectively applied to a microphone array
of'a mobile apparatus.

The processes, functions, methods and/or software
described above may be recorded, stored, or fixed in one or
more computer-readable storage media that includes program
instructions to be implemented by a computer to cause a
processor to execute or perform the program instructions. The
media may also include, alone or in combination with the
program instructions, data files, data structures, and the like.
The media and program instructions may be those specially
designed and constructed, or they may be of the kind well-
known and available to those having skill in the computer
software arts. Examples of computer-readable media include
magnetic media, such as hard disks, floppy disks, and mag-
netic tape; optical media such as CD-ROM disks and DVDs;
magneto-optical media, such as optical disks; and hardware
devices that are specially configured to store and perform
program instructions, such as read-only memory (ROM), ran-
dom access memory (RAM), flash memory, and the like.
Examples of program instructions include machine code,
such as produced by a compiler, and files containing higher
level code that may be executed by the computer using an
interpreter. The described hardware devices may be config-
ured to act as one or more software modules in order to
perform the operations and methods described above, or vice
versa. In addition, a computer-readable storage medium may
be distributed among computer systems connected through a
network and computer-readable codes or program instruc-
tions may be stored and executed in a decentralized manner.

A number of examples have been described above. Never-
theless, it will be understood that various modifications may
be made. For example, suitable results may be achieved if the
described techniques are performed in a different order and/or
if components in a described system, architecture, device, or
circuit are combined in a different manner and/or replaced or
supplemented by other components or their equivalents.
Accordingly, other implementations are within the scope of
the following claims.

What is claimed is:

1. A method of calibrating gains of a microphone array
receiving a plurality of acoustic signals, the method compris-
ing:

calculating a weight for each frequency component of each

of the acoustic signals received from the microphone
array; and

calibrating amplitudes of the acoustic signals using the

calculated weights such that each of the calibrated
acoustic signals comprises the same amplitude, but
maintains an individual phase, for each frequency com-
ponent, wherein

the acoustic signals comprise a first acoustic signal and a

second acoustic signal, and

the calculated weight of the first acoustic signal, at each

frequency component, is obtained by summing the
amplitudes of the first and second acoustic signals, at the
frequency component, and dividing the sum by twice the
amplitude of the first acoustic signal, at the frequency
component.

2. The method of claim 1, further comprising:

storing the calculated weights; and

updating the stored weights by reflecting newly calculated

weights in the stored weights, wherein

in the calibrating of the amplitudes, the amplitudes of the

acoustic signals are calibrated by use of the updated
weights.
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3. The method of claim 1, further comprising performing
an action comprising at least one of: beamforming, noise
cancellation and location tracking of the acoustic signals on
the acoustic signals having calibrated amplitudes.

4. An apparatus for calibrating gains of a microphone array
receiving a plurality of acoustic signals, the apparatus com-
prising:

the microphone array comprising two microphones dis-
posed on the same plane;

a weight calculation unit configured to calculate a weight
for each frequency component of each acoustic signal
received from the microphone array; and

a scaling unit configured to calibrate amplitudes of the
acoustic signals using the calculated weights such that
each of the calibrated acoustic signals has the same
amplitude, but maintains an individual phase, for each
frequency component, wherein

the acoustic signals comprise a first acoustic signal and a
second acoustic signal, and

the calculated weight of the first acoustic signal, at each
frequency component, is obtained by summing the
amplitudes of the first and second acoustic signals, at the
frequency component, and dividing the sum by twice the
amplitude of the first acoustic signal, at the frequency
component.

5. The apparatus of claim 4, further comprising:

a storage unit configured to store previously-calculated
weights,

wherein the weight calculation unit is further configured to
update the stored weights by reflecting the calculated
weights in the stored weights, and

wherein the scaling unit is further configured to calibrate
the amplitudes of the acoustic signals by use of the
updated weights.

6. The apparatus of claim 4, further comprising an appli-
cation-operation unit configured to perform an action com-
prising at least one of: beamforming, noise cancellation and
location tracking of acoustic signals on the acoustic signals
having calibrated amplitudes.

7. An apparatus for calibrating gains of a microphone array
receiving a plurality of acoustic signals, the apparatus com-
prising:

the microphone array comprising two microphones dis-
posed on the same plane;

a weight calculation unit configured to calculate a weight
for each frequency component of each acoustic signal
received from the microphone array; and

a scaling unit configured to calibrate amplitudes of the
acoustic signals using the calculated weights such that
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amplitude, but maintains an individual phase, for each
frequency component, wherein
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the acoustic signals comprise a first acoustic signal and a

second acoustic signal, and

the calculated weight of the first acoustic signal, at each

frequency component, is obtained by dividing the ampli-
tude of the second acoustic signal, at the frequency com-
ponent, by the amplitude of the first acoustic signal, at
the frequency component.

8. The apparatus of claim 7, further comprising:

a storage unit configured to store previously-calculated

weights,

wherein the weight calculation unit is further configured to

update the stored weights by reflecting the calculated
weights in the stored weights, and

wherein the scaling unit is further configured to calibrate

the amplitudes of the acoustic signals by use of the
updated weights.

9. The apparatus of claim 7, further comprising an appli-
cation-operation unit configured to perform an action com-
prising at least one of: beamforming, noise cancellation and
location tracking of acoustic signals on the acoustic signals
having calibrated amplitudes.

10. A method of calibrating gains of a microphone array
receiving a plurality of acoustic signals, the method compris-
ing:

calculating a weight for each frequency component of each

of the acoustic signals received from the microphone
array; and

calibrating amplitudes of the acoustic signals using the

calculated weights such that each of the calibrated
acoustic signals comprises the same amplitude, but
maintains an individual phase, for each frequency com-
ponent, wherein

the acoustic signals comprise a first acoustic signal and a

second acoustic signal, and

the calculated weight of the first acoustic signal, at each

frequency component, is obtained by dividing the ampli-
tude of the second acoustic signal, at the frequency com-
ponent, by the amplitude of the first acoustic signal, at
the frequency component.

11. The method of claim 10, further comprising:

storing the calculated weights; and

updating the stored weights by reflecting newly calculated

weights in the stored weights, wherein

in the calibrating of the amplitudes, the amplitudes of the

acoustic signals are calibrated by use of the updated
weights.

12. The method of claim 10, further comprising perform-
ing an action comprising at least one of: beamforming, noise
cancellation and location tracking of the acoustic signals on
the acoustic signals having calibrated amplitudes.
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